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(54) PREDISTORTION TYPE DISTORTION COMPENSATION AMPLIFIER 



(57) In the mobile communication, a distortion com- 
pensation amplifying apparatus is provided. In a predis- 
tortion-type distortion compensation amplifying appara- 
tus (9), a signal amplitude change processing unit (10) 
comprises an odd-power component calculating unit 
(14) extracting a power component of odd order of an 
amplitude quantity contained in a signal to be transmit- 
ted and outputting it, a coefficient infonnation outputting 
unit (1 5) being operable to select one of plural pieces of 
coefficient information based on a signal from the out- 
side and output it, a multiplying unit (16) multiplying a 



signal outputted from the odd-power component calcu- 
lating unit (14) by coefficient information from the coef- 
ficient information outputting unit (15) and outputting an 
attenuation signal, and an adding unit (17) subtracting 
the attenuation signal from the signal to be transmitted 
and outputting a result, thereby making an amplifier op- 
erate within a range not exceeding a saturation region 
thereof: decreasing a spurious signal, decreasing an ad- 
jacent channel power, and enabling distortion compen- 
sating operation even if a frequency of reference to the 
memory is decreased. 
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Description 

Technical Field 

[0001] The present invention relates to a predistortion-type distortion compensation annplifying apparatus suitable 
for use in a high-frequency circuit for mobile communication. 

Background Art 

[0002] In mobile communication, a digital modulation system is used to increasetheefficiency of frequency utilization, 
etc. I n such case, distortion caused by non-linearity of characteristics of a power amplifier disturbs the adjacent channel, 
which is a problem. In order to prevent disturbance to the adjacent channel, a power amplifier having a low adjacent 
channel power (ACP: Adjacent Channel Power) is required. However, a use of the power amplifier within a linear 
operation region is not always advisable in view of the circuit scale and cost. Instead, a predistortion (hereinafter also 
referred as distortion compensation) is used in many cases. 

[0003] Predistortion is a method of beforehand distorting an input signal to be amplified using a function representing 
a reverse characteristic of an input-output characteristic of the amplifier (power amplifier: hereinafter, the power am- 
plifier being simply refen-ed as an amplifier occasionally) when the signal is inputted to the amplifier. Namely, predis- 
lorlion is a technique of beforehand distorting an input signal to be amplified and amplifying it, whereby a signal which 
has been linearized appears at the output of the amplifier. 

[0004] FIG. 18 is a diagram showing an example of the radio transceiver using predistortion. Inaradio transceiver 
50 shown in FIG. 18, a baseband signal to be transmitted is modulated and predistorted in a digital signal processor 
(DSP: Digital Signal Processor) 50a, where a distortion compensation coefficient operating process is performed to 
estimate non-linear distortion of a power amplifier 50c. In a quadrature modulating-demodulating unit 50b, the proc- 
essed baseband signal is up-converted into the RF (Radio Frequency) band. In the power amplifier 50c, a predeter- 
mined power is applied to the signal, and the signal is fed to an antenna 50e via a synthesizer 50d and transmitted. 
[0005] On the other hand, the modulated signal fed back from a part of the signal outputted from the power amplifier 
60c is down -converted into a baseband signal having a distorted component in the quadrature modulating-demodu- 
lating unit 50b. The converted signal is inputted to the digital signal processor 50a, where a distortion compensation 
coefficient operating process is perfonned. Accordingly, an RF signal free of distortion is outputted from the antenna 
50e by this loop process. In the stmcture shown in FIG. 1 8, predistortion is performed in the baseband. Signal process- 
ing in the baseband will be now described with reference to FIG. 19, con-esponding to equations. 
[0006] FIG. 1 9 is a diagram showing an example of a known predistortion circuit (also referred as a predistorter). A 
quadrature modulator 60 shown in FIG. 19 perfomis the distortion compensation coefficient operating process, which 
comprises memories 61 and 62, multipliers 63a, 63b, 63c and 64d, and adders 64a and 64b. Baseband signals I and 
Q are undergone the distortion compensation operating process by referring to the respective memories 61 and 62 
(memory regions denoted by reference characters 61a, 61b, 61c and 61 d, and memory regions denoted by reference 
characters 62a, 62b, 62c and 62d) in a software process or the like. The signals processed in these memories 61 and 
62 are multiplied in the multipliers 63a-63d, added in the adders 64a and 64b, and Ip^ and Qp^ are outputted. 
[0007] When an output of an amplifier is Po(t), the output is expressed by a product of a function f(t) of amplitude 
and a function g(t) of phase as shown in Equation (1): 



where, Mi(t) is magnitude of amplitude of a modulated wave, <o is a center frequency, t Is a time, and j is an 
imaginary unit which represents j2=-i . 

[0008] When Input signals to the quadrature modulator 60 are I (t) and Q(t), magnitude x(t) of amplitude of a modulated 
wave inputted to the amplifier are expressed by Equation (2) (operation in the memory regions 61a and 62a shown in 
FIG. 19): 



[0009] (Magnitude y(t) of amplitude of a modulated wave component outputted from the amplifier is expressed, with 
G being a gain, by Equation (3): 



Po(t)=f{MiW}-exp[(-j.g{Mj(t)}) . exp(«t) 



(1) 



X(t) = JiHt)^+ Q{t)^) 



(2) 
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y(t)=Gx(t) (3) 

rOOIOl FIG 12 is a diagram showing an example of the input-output characteristic of the amplifier^A part denoted 
bv B1 in FIG 12 is a non-saturation region, whereas a part denoted by B2 is a saturation region. The input-outpu 
characteristic changes Its characteristic at a point denoted by A. which is a function having an upper l.m.t because of 
the saturation characteristic of the amplifier. In order to compensate the distortion of an output signal amplified as 
expressed by Equation (3). distortion compensation using an Inverse function ^1(t) of the function f(t) of amplitude 
within the quadrature modulator 60 is perfomied. An output P^(t) of the amplifier undergone the distortion compen- 
sation is ejqsressed by Equation (4): 

Ppd(t)=f'\y)expO-glf\y)}lexp(a>t) (4) 

[00111 Namely, lpd(t) and Qpd(t) which are deformed I (t) and Q (t) (hereinafter abbreviated as Ipj and Qpd. respec- 
tively) are expressed by Equations (5) and (6), respectively: 

|pj={f-^ (y)/x}.[loos[g{f'^ (y)}]-Qsin[g{f"^ (y)}]] (5) 

Qpd=ff'^ (y)/x}-[Qcos[g{f ^ (y)}l-lsin[g{r^ {y)}ll (6) 

where x(0 and y{t) are abbreviated as x and y. Generally, input-output relationships of the Equations (5) and (6) 
are stored in the memories 61 and 62 as a reve>^e characteristic of the characteristic as shown in FIG 12. Values of 
l{t) and Q(t) are, for example, very frequently referred at sampling time intervals for digital signals, and the outputs Ip^ 

roOi?r Nar^"y,yt determined from data in the memory region 61 b shown in FIG. 1 9. then fHy)/x in the Equations 
5) and (6) is calculated from y and data in the memory region 61c. Further, {fi(y)/x}.| in the Equation (5) and {f i(y)/ 
X) Q in the Equation (6) are calculated from data in the memory region 62b. and outputted. Similariy, y is detemnined 
fomi data in the memoir region 62b, then g{f-i(y)} In the Equations (5) and (6) is calculated frorr, y and data in ttie 
memory region 62c. Further, cos[g{fi(y)}] and sin[g{f-i(y)}] In the Equations (5) and (6) are calculated from data n the 
memory region 62d. and outputted. These outputs are added in the multipliers 63a-63d, after which, added in the 
adders 64a and 64b, and deformed Ip^ and Qp, are outputted. As this, distortion compensation is performed using a 
predistortion circuit as the quadraturl modulator 60 to make the amplification charactenstic of the amplifier linear, in 

rOoTsT' incidentally, as a method for compensating a frequency characteristic in the vicinity of higher harmonic in bias 
circuits of the amplifier and the power circuit (not shown), and a matching circuit, there has been proposed a method 
of determining a coefficient from a differential value or an integral value of an amplitude quantity of an input signal, and 
multiplvinq the original signal by the coefficient to obtain a predistortion signal. , 
r0014l FIG 20 is a diagram showing an example of a predistortion circuit using a differential value or an integral 
value of an Input signal. In a predistortion circuit 70 shown In FIG. 20. magnitude of amplitude of a demodulated wave 
with respect to input signals 1 and Q is calculated In an amplitude calculating unit 70a, t\y) is calculated in an inverse 
function calculating unit 70b, a differential value or an integral value of an amplitude quantity of the input signals is 
calculated in a differential/integral coefficient information adding unit 70c. an appropriate coefficient ,s obtained in a 
coefficient table 70d, the coefficient is multiplied in each of multipliers 70e and 70f, then Ip^ and Qp^ are outputted. 
[001 5] However, when linearlization by Equation (3) is performed in the circuits shown in FIGs^ 1 9 and 20, distortion 
increases FIG. 23 Is a diagram showing an input-output characteristic of a linearized amplifier. Since the input-output 
characteristic becomes discontinuous at a point (refer to a point A) where the output changes to the saturation region 
as shown in FIG. 23. distortion increases when Ihe input signal steps into this region, which is a problem. This distortion 
will be now described with reference to FIGS. 21 (a), 21 (b), 22(a) and 22(b) . 

r001 61 FIG 21 (a) is a diagram showing an example of a signal wave in the case where two waves having an equal 
amplitude are inputted. FIG. 21(b) is a diagram showing a spectrum of the signal shown in FIG. 21(a). As shown in 
FIG 21 (b). this signal has components of only frequencies f^ and fg. 

[001 71 FIG 22(a) is a diagram showing an example of a signal wavefomti in the case where the signal shown in FIG. 
21(a) is amplified by an amplifier having the input-output characteristic shown In FIG. 23. FIG. 22(b) is a diagram 
showing a spectrum of the signal shown in FIG. 22(a). As shown in FIG. 22(b). there is a problem which a spurious 
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signal generates over a wide range of the frequency. 

[0018] Moreover, since the frequency of reference to the memory is equal to a sampling time for the signal, the 
memory reference cannot catch up with in the case of a signal changing at a high speed, which leads to a difficulty in 
applying it to a high-speed signal. There is another problem which a predistortion circuit as shown in FIG. 1 9 generates 
5 an error in a coefficient to be referred when the characteristic varies due to a change in temperature or a change with 
time of the amplifier. 

[001 9] In the light of the above problems, the present invention provides a predistortion-type distortion compensation 
amplifying apparatus not requiring an external RF circuit having a linear amplification characteristicsuch as a feed- 
forward-type amplifier, which can decrease a spurious signal by adding an odd-power component to an input signal to 
10 make the amplifier operate within a range not exceeding the saturation region of the amplifier, decrease the adjacent 
channel power by multiplying the odd-power component of the input signal by a coefficient (coefficient information) 
and adding the result to the input signal, and perform a distortion compensating operation even if the frequency of 
reference to the memory is decreased. 

15 Disclosure of Invention 

[0020] Apredistortion-type distortion compensation amplifying apparatus according to this invention confiprlses an 
amplifierfor amplifying a signal to be transmitted^ and a signal processing unit provided on the front side of the amplifier 
to perform a coefficienl changing process lo change coefficient information of a power component of an amplitude 

20 quantity contained in the signal to be transmitted, and being operable to output a processed signal. 

[0021] Accordingly, it is possible to decrease spurious signals generating in a wide range of a frequency, and decrease 
the adjacent channel power. Additionally, even if characteristics of the amplifier vary due to a change in temperature 
or a change with time, it is possible to cope with it by comparing a part of an output signal and a part of an input signal, 
calculating an error therebetween, and rewriting a coefficient table when the error is large. 

25 [0022] The signal processing unit performs a process with a function representing a reverse characteristic of an 
input-output characteristic of the amplifier on the signal to be transmitted, performs a coefficient changing process, 
and makes an odd-order component appear in an output signal of the amplifier, and the amplifier operates in a non- 
saturation region. 

[0023] Accordingly, it is possible to prevent spurious from spreading over a wideband, and perform distortion com- 
30 pensation without an external RF circuit having a linear amplification characteristic. It is also possible to contribute to 
a reduction of the power consumption and allow compactness of the circuit scale. Further a frequency characteristic 
in the vicinity of higher harmonic in a bias circuit of the amplifier, a bias circuit of the power circuit or a matching circuit, 
which leads to improvement of the accuracy. 

[0024] The signal processing can decrease contribution of a power component of odd order of an amplitude quantity 
35 contained in the signal to be transmitted when performing a coefficient changing process. 

[0025] Accordingly, the adjacent channel power which is a problem in a spurious signal is decreased, an extemal 
RF circuit having a linear amplification characteristic becomes unnecessary, and the circuit scale can be reduced, 
which leads to contribution to a reduction of the power consumption and allows compactness of a portable telephone 
or the like. Frequency of reference to the coefficient table becomes equal to a time for switching an average output 
40 power, it is thus possible to fomri the circuit with a memory having a relatively slow access speed. 

Brief Description of Drawings 

[0026] 

45 

FIG. 1 is a block diagram of a predistortion-type distortion compensation amplifying apparatus in a transmitting 
unit of a radio transmitter lo which the present invention is applied; 

FIG. 2 is a block diagram of a predistortion-type distortion compensation amplifying apparatus according a first 
embodiment of this invention; 

50 FIG. 3 is a block diagram showing in more detail the predistortion-type distortion compensation amplifying appa' 

ratus according to the first embodiment of this Invention; 

FIG. 4 is a block diagram of a predistortion-type distortion compensation amplifying apparatus according to a first 
modification of the first embodiment of this invention; 

FIG. 5 is a block diagram showing in more detail the predistortion-type distortion compensation amplifying appa- 
55 ratus according to the first modification of the first embodiment of this invention; 

FIG. 6 is a block diagram of a predistortion-type distortion compensation amplifying apparatus according to a 
second modification of the first embodiment of this invention; 

FIG. 7 is a block diagram showing in more detail the predistortion-type distortion compensation amplifying appa- 
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ratus according to the second modification of the first embodiment of this invention; 

FIG. 8 is a block diagram of a predistortion-type distortion compensation amplifying apparatus according to a third 
modification of the first embodiment of this invention; 

RG 9 is a block diagram showing in more detail the predistortlon-type distortion compensation amplifying appa- 
5 ratus according to the third modification of the first embodiment of this invention; 

fTg 1 oTsTrck diagram showing a transmitting unit of a radio transmttterto which a predistortion-type distortion 

compensation amplifying apparatus according to a second embodiment of this Invention is applied; 

FIG 11 is a block diagram of the radio transmitter according to the second embodiment of this invention; 

FIG 1 2 is a diagram showing an example of an input-output charactenstic of an amplifier; 

FIG. 1 3(a) is a diagram showing a signal wavefomn having an envelope composed of a fundamental wave and a 

RaTSb) iTdiagram showing a signal spectrum of an output wavefomi in the case where the signal wavefomi 
nrC'isTdrg'^^^^^^^^^ a Signal wavefomi having an envelope composed of a fundamental wave and 
" ?r ira rg^arhr^g^rstnal spectrum o. an output wavefom. in the case where the signal wavefom. 

rS"^' ifa I'arsSng a result of comparison between nom,a. linearization and linearization according to 
FllT6''ifrdfagrLm''S^^^^^ a result of comparison between nom.al linearization and lineariization according to 
?ilT7l°lTo"cldiaTraTs^^^^ 

compensation amplifying apparatus according to a first modification of the second embodiment of this invention 

is applied; 

25 FIG. 1 8 is a diagram showing an example of a radio transceiver using predistortion; 

FIG 1 9 is a diagram showing an example of a known predistortion circuit; 

FiS: 20 Is a diagram showing an example of a predistortion circuit using a differential value or an integral value of 

FIg'SiIbIIs a'diagram showing an example of a signal waveform in the case where two waves having an equal 
30 amplitude are inputted; 

FIG. 21 (b) is a diagram showing a spectrum of the signal; ^^r^iifioH' 

FIG. 22(a) Is a diagram showing an example of a signal wavef omi in the case where a signal waveform is amplified 

by an amplifier; 

FIG 22(b) is a diagram showing a spectrum of a signal; and 
FIG, 23 is a diagram showing an input-output characteristic of a linearized amplifier 
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Best Mode for Carrying Out the Invention 

(A) Description of First Embodiment of the Invention 

r00271 FIG lisablockdiagramofapredistortion-typedistortionconrpensationamplifyingapparatusinatransmitting 
S a rad^o t;:nsmitter. to'which the present invention is applied. A radio transmitter l-^-^^^^^^^;^' ^Z!^ 
a predistortion-type distortion compensation amplifying apparatus 9 and an antenna 1 3. The ^'^''f^^'^^-'^;^^^ 
tion comoensation amplifying apparatus 9 beforehand distorts a digital baseband signal (signal to be transmitted) 
puSd f^m Tex^^^^^^^^ a function representing a reverse characteristic of an input-output -^-r.oV^^ 

of an amplifier 1 2. then amplifies it. The predistortion-type distortion compensation amplifying apparaUis 9 comprises 
a stanrprocessing unit 8 and the amplifier 1 2. The antenna 1 3 transmits a radio signal outputled from the pred.stort on- 
^pfdriorncrm%nsationamplJngapparatus9.Asignali^ 

by the amplifier 12 and transmitted, but is added distortion thereto in the signal processing unit 8 and transmitted. The 
antenna 13 also has. for example, a receiving function, detailed description of which Is omitted. S-l^rhl. w^h^^^^^^^^ 
to Darts which will be described later in each of embodiments and modifications and have also functions of tf^e receiving 
syS.TeSird descriptions of receiving functions of which will be omitted, only functions of the transmitUng system 

r00281 T^famplifier 12 amplifies a signal to be transmitted. The signal processing unit 8 is disposed in the front 
stage of the amplifier 1 2 to perform a coefficient changing process to change coefficient information on a power com- 
ponenrof an amplitude quantity contained in the signal to be transmitted, and can output a processed signal predis- 
tortion^gnal). Here, the amplifier 1 2 signifies a power amplifier. In the following description, "amplification" will signify 
"power amplification". 
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[0029] "Amplitude quantity" concretely represents magnitude x (t) (hereinafter abbreviated as x) of amplitude of a 
signal. "Power component" of the amplitude quantity represents a term of the third power • or a term of the fifth 
power A4 • of the amplitude quantity x. The coefficient information is a coefficient A2 or A4 of the power component, 
which is a complex number including a phase component. These terms will be used in the same meanings in the 
5 following embodiments and modifications. In the following description, power will be referred as the third order or the 
third power, signifying the same contents. 

[0030] FIG. 2 is a block diagram of a predistortion-type distortion connpensation amplifying apparatus 9 according 
to a first embodiment of this invention. The predistortion-type distortion compensation amplifying apparatus 9 shown 
in FIG. 2 comprises a signal processing unit 8 and an amplifier 12. The signal processing unit 8 is configured as a 

10 signal amplitude change processing unit 1 0 which can output a processed signal so as to decrease contribution of 
power components of odd orders of an amplitude quantity contained in a signal to be transmitted. The signal amplitude 
change processing unit 10 comprises an odd-power (odd-order) component calculating unit 14, a coefficient table 
(coefficient information outputting unit) 15, a multiplying unit 16, an adding unit 17, and a D/A converting unit 11. 
[0031] The odd-order component calculating unit 14 extracts power components of odd orders of an amplitude quan- 

15 tity contained in a signal to be transmitted, and outputs them. The odd-order component calculating unit 14 extracts 
the components from a signal to be transmitted in software processing. Incidentally, the odd-order component calcu- 
lating unit 14 comprises third-power component calculating units 14a and 14b, as will be described later 
[O032] The coefficient table (coefficient infomiation outputting unit) 15 can select one of plural pieces of coefficient 
infonnalion according to a signal from the outside, and output it. For the coefficient table 15, a rewritable memory such 

20 as a RAM (Random Access Memory), a flash ROM (Flash Read Only Memory) or the like is used. As a value of the 
coefficient infomnation, coefficient infomiation according to an output power which is a target is stored. As will be 
described later, the coefficient table 15 comprises coefficient tables 15a and 15b. 

[0033] When the output power is changed, coefficient information according to an output power which is a target is 
referred, and multiplied. Frequency of the reference is a unit of time for switching an average output power, which has 

25 no relation with a speed of a transmit signal. For this, it is possible to form the circuit with a memory having a relatively 
slow access speed. As a result, the coefficient table 15 is not required to operate at a high speed. 
[0034] The multiplying unit 16 multiples a signal outputted from the odd-order component calculating unit 14 by 
coefficient infomnation from the coefficient table 15, and outputs an attenuation signal. As will be described later, the 
multiplying unit 1 6 comprises a plurality of portions for respective odd-order conponents. This function is accomplished 

30 by. for example, software. 

[0035] The adding unit 17 subtracts the attenuation signal outputted from the multiplying unit 16 (a plurality of mul- 
tiplying units as will be described later) from the above signal to be transmitted, and outputs a result. This function is 
accomplished by, for example, software. 

[0036] The D/A converting unit 11 converts a digital signal outputted from the adding unit 17 into an analog signal, 
35 and outputs it. 

[0037] Whereby, in the signal amplitude change processing unit 10, with respect to an inputted signal (signal to be 
transmitted), a power value of odd order of an amplitude quantity contained in a signal to be inputted to the amplifying 
unit 12 is calculated by the odd-order component calculating unit 14. In the multiplying unit 1 6, coefficient information 
is weighed on the calculated value and an attenuation signal having the inverted phase is outputted therefrom. Further, 
40 the weighed value Is added to the input signal in the adding unit 17, and the input signal is outputted as a processed 
signal. The processed signal is inputted to the amplifying unit 12, then transmitted. 

[0038] Namely, distortion components of powers of an input signal are determined in calculation, the obtained values 
are phase-inverted and multiplied by the coefficient information, the results are added to the input signal, then inputted 
to the amplifier 12. Whereby, power components of odd orders are removed from a signal to be inputted to the amplifier 
45 12, so which the adjacent channel power contained in an output signal is decreased. 

[0039] The coefficient infonnation is determined according to an average output power which the amplifier 12 will 
transmit. Frequency of reference to the coefficient information is a unit of time for switching the average output power, 
so which the coefficient table 15 is not required to operate at a high speed. 

[0040] More details of the odd-order component calculating unit 14 are shown in FIG. 3. FIG. 3 is a block diagram 
50 showing in more detail the predistortion-type distortion compensation amplifying apparatus 9 according to the first 
embodiment of this invention. The odd-order component calculating unit 14 (refer to FIG. 2) comprisesthethird-power 
componcntcalculating units 14a and 14b (refer to FIG. 3). The coefficient table 15 (refer to FIG. 2) comprises coefficient 
tables 15a and 16b (refer to FIG.3). The multiplying unit 16 (refer to FIG. 2) comprises multiplying units 16a and 16b. 
[0041] The adding unit 17, the D/A converting unit 11 and the amplifier 12 shown in FIG. 3 are identical to those 
55 described above, further descriptions of which are thus omitted. 

[0042] A sub odd-order component calculating unit 27a extracts a power component of the third-power (third-order) 
component of the amplitude quantity contained in a signal to be transmitted, and outputs it. The sub odd-order com- 
ponent calculating unit 27a comprises the third-power component calculating unit 14a, the coefficient table 15a. and 
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tho mnitinlvina unit 16a The third-power component calculRting unit 14a extracts a third-power component of the 
the multiplying unit iba. i ne inira pu ,^,„^^;tt^ri The coefficient table 15a can select one of plural pieces of 

r^o'CstTarrsuToXLr component calculating unit 27a extracts a power component o^^^efm^^.e^ 

Incidentally. Seo^i represents a sum of 1 to Infinity with respect to n. 

f[M,(l)I=G(S~^iAnMi(l)") 
[00471 When phase distortion Is small, adjacent channel power ACP is expressed by Equation (8): 
40 ACP=Pi(t)-S~„=iBn[M|(t)] (8) 

wh^rP P m is a sianal waveform inputted to the amplifier 12. and Bn[Mi(t)l is the n-th coefficient information. Bn 

Phase Shift Keying or Quadrl Phase Shift Keying); 



10 



15 



20 



25 



30 



35 



(9) 



so 



ACP=[(3/4)]A3X^+(1/2)A5X + ...]Pi(t) 



u A A «r<» ihf. ihird-order and the fillh-order coefficient information of x. In practice. A3 and A5 become 

" E::H=.rrr^=^^— ^^^^ 
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odd-order component calculating units 27a and 27b (refer to FIG. 3), respectively. Deformed (undergone the predis- 
tortion process) Ippand QpQ signals are expressed by Equations (10) and (11). respectively: 

lpD={1-(3/4)A3x2(1/2)A5X*- ...}.| (10) 



QpD={1-(3/4)A3X^(1/2)A5x'^- ...}.Q (11) 

10 [0049] Namley, as seen from these Equations (1 0) and (11), contribution of power components of odd orders of the 
amplitude quantity becomes small. 

[0050] With the above structure, a flow of a signal inputted to the predistortion-type distortion compensation ampli- 
fying apparatus 9 is as follows. 

[0051] In the third-power component calculating unit 14a in the sub odd-order component calculating unit 27a, a 
'5 third-power component Ag-x^ of an amplitude quantity x contained in a signal to be transmitted is extracted. In the 
multiplying unit 16a, coefficient infonnation outputted from the coefficient table 15a and a signal outputled from the 
third-power component calculating unit 1 4a are multiplied, and an attenuation signal is outputted. Similarly, in the fifth- 
power component calculating unit 14b in the sub odd-order component calculating unit 27b, a fifth-power component 
Ag-x^ of the amplitude quantity x of the signal to be transmitted is extracted. In the multiplying unit 16b, coefficient 
information outputted from the coefficient table 1 5b and a signal outputted from the fifth-power component calculating 
unit 14b are multiplied, and an allenualion signal is ouLpulted. In the adding unit 17, the attenuation signals outputted 
from the sub odd-order component calculating units 27a and 27b are subtracted from the original signal to be trans- 
mitted, whereby the signal is outputted such which contribution of the third-power and the fifth-power components 
becomes small. Further, in the D/A converting unit 11 , a digital signal outputted from the adding unit 17 is converted 
^5 into an analog signal, power-amplified in the amplifier 12, then transmitted from the antenna 13 (refer to FIG. 1). 

[0052] As this, distortion components of odd powers of a signal which arc a problem in a spurious signal aro deter- 
mined in calculation, a phase of the signal is inverted, coefficient information is multiplied and added to the input signal, 
then inputted to the amplifier 1 2, whereby the adjacent channel power of the amplifier 1 2 is decreased. Therefore, an 
external RF circuit having a linear characteristic becomes unnecessary, and the circuit scale can be decreased, which 
contributes to a reduction of the power consumption or allows compactness of a portable telephone or the like. 
[0053] When the output power is changed, coefficient information according to an output power which Is a target is 
referred by memories of the coefficient tables 1 5a and 1 5b, and weighed. Since frequency of the reference is a unit of 
time for switching the average output power, intervals to refer to the memories have no relation with a speed of the 
signal. It is therefore possible to fomn the circuit with memories having a relatively slow access speed. 

35 

(A1) Description of First Modification of First Embodiment of the Invention 

[0054] The structure of the above signal processing unit 8 may be another. Hereinafter, modifications of the above 
signal processing unit 8 will be described in first to third modifications. 

[0055] FIG. 4 is a block diagram of a predistortion-type distortion compensation amplifying apparatus 9a according 
to a first modification of the first embodiment of this invention. The predistortion-type distortion compensation amplifying 
apparatus 9a shown in FIG. 4 comprises a signal processing unit 8a and an amplifier 12. The signal processing unit 
8a comprises a signal amplitude change processing unit 1 0 and a control unit 20. 

[0056] The signal amplitude change processing unit 10 outputs a signal such as to decrease contribution of power 
components of odd orders of an amplitude quantity contained in a signal to be transmitted, as described above. The 
signal amplitude change processing unit 10 comprises an odd-order component calculating unit 1 4, a coefficient table 
15, a multiplying unit 16, an adding unit 17 and a D/A converting unit 11 . Components of odd orders of the amplitude 
quantity are extracted from a signal to be transmitted in the odd-order component calculating unit 1 4, signals calculated 
from the values are oulputled, and an attenuation signal obtained by multiplying the output signals by coefficient infor- 
mation having an inverted phase of the output signal is outputted. Incidentally, the coefficient table 1 5, the multiplying 
unit 16, the adding unit 17 and the D/A converting unit 11 other than the odd-order component calculating unit Mare 
identical to those described above, further descriptions of which are thus omitted. The amplifier 12 is also identical to 
which described above, further description of which is thus omitted. 

[0057] The control unit 20 variably adjusts a magnitude of the processed signal and Inputs it to the amplifier 12, 
^5 besides being operable to input a first address signal for selecting coefficient information for power components of odd 
orders to the signal amplitude change processing unit 10. The control unit 20 comprises a variable attenuating unit 19 
and an output power control unit 18. 
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' r00581 The variable attenuating unit 1 9 can variably adjust magnitude of the processed signal by the output power 
Sfn^m. uniMB and Lut it to the amplifier 12. This function is accomplished by. for example, a variable resistor. 
So59 ThI ou'piX ?omr:iTn« 18can control the variable attenuating unit 1 9, besides being operable to ,np^ 
he first address signal for selecting coefficient information to the signal amplitude change processing unit 10. This 
5 f^nc on ?s SmpSd by. for example, software. The output power control unit 1 8 inputs the first address s.gna to 
t^e cScir^^^^^^^ 15 in th'e signal amplitude change processing unit 10 at an -PP-P^^;^^^^^^^ 7;;,^^ ' 

unit fnot shown) whereby appropriate coefficient infomiation is outputted from the coefficient table 15 Incidenteliy. 
th s SiSiLlation^sT^^^^^ according to an average output power which the amplifier 12 will transmit, so 
Which the coefficient table 15 is not required to operate at a high speed ''ke ^amp ng intervals^ 
10 rooeoi - The signal amplitude change processing unit 10 is shown in more detail in FIG. 5. FIG. 5 is a block diagram 
fuolg 7n mo e detaT!he predistortion-type distortion compensation amplifying apparatus 9a acco^^"9 '° ^^^^^^^^ 
moSt on of the first embodiment of this invention. The predistortion-type distortion compensation amplifying appa- 
TaLt 9a Thown m F^. 5 comprises the signal processing unit 8a and the amplifier 12. The signal ampljude change 
pmcessing untt 1 0 in the signaTprocessing unit 8a comprises sub odd-order component calculating units 27a and 27b. 

a coeJicient tawe 1 5a and a multiplying unit 16a. The sub odd-order component calculating unit 27b compnses a f.fth- 
^owercTmplnent c^culatlng unit'lVa coefficient table 15b and a multiplying unit 16b. These are identical to those 
described above, further descriptions of which are thus omilled. ^ ^ ». tK«» 

?00621 In oSLr to increase the accuracy by calculating a component of higher order such as the seventh power, the 
S JoJer oTL liie if rs possible to additlLall^ 
re?r:orsrol\a;uboSd-orderc^^^^^^^^^^ 

7:ZTS;ZZ^;::oIT:^^^^^^^^^ ^ ta^. - - seventh power 

and a murplyinTunit for the seventh power, whereas the sub odd-order component calculating unit for he ninth powe 
comprtees a r^^mh-power component calculating unit, a coefficient table for the ninth power and a multiplying unU for 
S^e nTnth power The seventh-power component calculating unit and the ninth-power component calculating unit have 
the same function as which of the above third-power component calculating unit 1 4a, whereas the coefficient table fo 
t^eSrenthpler and thecoefficienttableforthe ninth power have thesame function as which of the ab^^^^^^^ 

table 1 5 a further descriptions of which are thus omWed. The multiplying unit for the seventh power and the mulMymg 
uni for the nU^th power are identical to the above multiplying unit 16a. further descriptions of which are thus omrtled. 
^3] in fIg I like reference characters designate like orcorresponding parts havingthe same or similarfunct.ons. 

STvSrpo^Tco^^^^^ 

Shaf been inputted to the s^nal amplitude change processing unit 10 is calculated by the hiid-power component 
calculat^g unit 4a in the sub odd-order component calculating unit 27a. and a signal obtained by multiplying the 
cSa ed vaTue by Lfficient infomiation is outputted from the multiplying unit 16a. Similarly, a value of a powe 
nSnonent fmrord^^^^^ amplitude quantity contained in the signal is calculated by the fifth-power component 
un^libT^^^^^^ component calculating unit 27b, and a signal obtained by -u'tiplying the 

S IculSed^alue by coef^^ infomiation is outputted from the multiplying unit 1 6b. Weighted signa^ outputted rorn 
thi mXlying ^ 1 6a and 1 6b and the input signal are added in the adding unit 1 7. and outpi^ed - 
signal The processed signal is converted from digital to analog in the D/A converting unit 11 The signal is then adjusted 
^ appropriate magnitude in the variable attenuating unit 19 in the control unit 20. inputted to the amplrfyuig unit 12. 

ir6rw";~ovrstr^^^^^ 

raslanaTto be transmitted is decreased, and magnitude of the output power at the amplifier 1 2 is controlled^Namely. 
distoX powerTmr^^ of a signal to be transmitted are determined in calculaUon. and signals obtained by mul- 
iiCthe components by coefficient infom,ation havingthe inverse phase are subtracted from an input signal. 
OoSei MagnTtude of the output power is adjusted by a control signal outputted from the output power control unit 1 8 
Sing to an inJtmction from a main control unit (not shown) . The processed signal is adjusted to appropnated 
^^ZX. fhe variable attenuating unit 1 9. and inputted to the amplifier 1 2. When the magnUude of t^e ° W^^^^^ 
changed, coefficient infomnation according to an output power which is a target is referred by the coefficient table 

i;^!^;'^::^!'^:'^:^::^^^...^ power which is a problem in a SPU.OUS signal is decreased. Acc.din9^^^^^^^^^ 
extemal RF circuit having a linear characteristic becomes unnecessary, and the circuit scale can be decre^ed. It is 
fheXre possible to contribute to a reduction of the power consumption, and allows compactness of a portable tele- 
phonL o^h?nS S^^^^ of reference to the coefficient table 15 (or 15a. or 15b) is a unit of time forswrtching 

fheaSerge output power.tt is possible to form the circuit with a memoiy having a relatively slow access speed. 
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(A2) Description of Second Modification of First Embodiment of the Invention 

[0068] FIG. 6 is a block diagram of a predlstortion-type distortion compensation amplifying apparatus 9b according 
to a second modification of the first embodiment of this invention. The predistortion-type distortion compensation am- 

5 plifying apparatus 9b shown In FIG. 6 comprises a signal processing unit 8b and an amplifier 12. A detecting unit 22 
is disposed on the output's side of the amplifier 12. The signal processing unit 8b comprises a signal amplitude change 
processing unit 1 0 and a control unit 20, along with an amplitude infomriation comparing unit 21 and an A/D converter 23. 
[0069] The signal amplitude change processing unit 1 0 outputs a processed signal such as to decrease contribution 
of power components of odd orders of an amplitude quantity contained in a signal to be transmitted, as stated above. 

10 The signal amplitude change processing unit 10 comprises an odd-order component calculating unit 14, a coefficient 
table 15, a multiplying unit 16, an adding unit 17 and a D/A converting unit 11 . These are identical to those described 
above, further descriptions of which are thus omitted. Components of odd orders of the amplitude quantity are extracted 
from a signal to be transmitted in the odd-order component calculating unit 14, signals calculated from the values are 
outputted, then an attenuation signal obtained by multiplying coefficient information having an inverted phase of the 

15 output signal is outputted. 

[0070] The control unit 20 can variably adjust magnitude of the processed signal and input It to the amplifier 12, 
besides being operable to input a first address signal for selecting coefficient information for power components of odd 
orders to the signal amplitude change processing unit 10, as stated above. The control unit 20 comprises a variable 
atlenualing unit 1 9 and an output power control unit 1 8. These functions are identical lo those described above, further 

20 descriptions of which are thus omitted. The output power control unit 1 8 inputs the first address signal at an appropriate 
timing from a main control unit (not shown) to the coefficient table 15 in the signal amplitude change processing unLt 
10, whereby appropriate coefficient information is outputted from the coefficient table 15. Incidentally, the coefficient 
information is determined according to an average output power which the amplifier 12 will transmit. The coefficient 
table 15 is not necessarily required to operate at a high speed. 

25 [0071] The A/D converter 23 converts an analog signal to a digital signal. 

[0072] The amplitude information comparing unit 21 can input a first select signal generated based on a signal to be 
transmitted and a signal outputted from the amplifier 12 to the signal amplitude change processing unit 10. The am- 
plitude information comparing unit 21 comprises an input amplitude calculating unit 21a, an output amplitude calculating 
unit 21 c and a comparing-rewriting unit 21 b. 

30 [0073] The input amplitude calculating unit 21a extracts an amplitude quantity from a signal to be transmitted, and 
outputs input amplitude information. The output amplitude calculating unit 21c extracts an amplitude quantity from a 
signal outputted from the amplifier 12, and outputs output amplitude Information. 

[0074] The comparing-rewriting unit 21b can Input the first select signal to the signal amplitude change processing 
unit 10 according to an error between the output amplitude Information and the input amplitude Information. When the 

35 input amplitude Infomiation is smaller than the output amplitude Information, the comparing-rewriting unit 21 b inputs 
the first select signal to the signal amplitude change processing unit 10 in order to rewrite the coefficient infomiation 
in the coefficient table 15 such which the coefficient information becomes larger. When the input amplitude information 
is larger than the output amplitude infomnatlon, the comparing-rewriting unit 21b Inputs the first select signal to the 
signal amplitude change processing unit 10 in order to rewrite the coefficient information in the coefficient table 15 

"^0 such which the coefficient information becomes smaller. Whereby, an error of the memory is corrected. 

[0075] The detecting unit 22 monitors magnitude of an output signal of the amplifier 12, decreasing a gain of the 
signal amplified by the amplifier 12 and outputting It. This function is accomplished using a directional coupler 22a. 
The directional coupler 22a can drop a gain of the signal amplified by the amplifier 12 by, for example, about 20dB, 
and output it. To the directional coupler 22a, an output terminator 22b of 5012 is connected. Although the detecting unit 
22 uses the directional coupler 22a, the present Invention is not limited to this example, but another detecting method 
may be employed. 

[0076] A signal outputted from the delecting unit 22 is converted from analog to digital in the A/D converter 23, 
inputted to the output amplitude calculating unit 21c, at which magnitude of the output signal Is monitored. Namely, a 
part of the input signal is branched, a part of the output of the amplifier 12 is branched, then the part of the input and 
50 the part of the output are compared in the comparing-rewriting unit 21 b. When an error between them is large, the first 
select signal Is outputted, whereby the coefficient table 15 is rewritten. It is thereby possible to cope with a change in 
characteristics of the amplifier 12 due to a change in temperature or a change with time. Object here is to correct an 
error of the memory, a longer time Interval than a sampling time for the signal suffices to access to the coefficient table 
15. 

55 [0077] The signal amplitude change processing unit 10 is shown in more detail in FIG. 7. FIG. 7 is a block diagram 
showing in more detail the predistortlon-type distortion compensation amplifying apparatus 9b according to the second 
modification of the first embodiment of this invention. The signal amplitude change processing unit 10 in the signal 
processing unit 8b comprises sub odd-order component calculating units 27a and 27b along with the adding unit 17 
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a coefficient mble 15a and a multiplying unit 16a. The sub odd-order component calculat.ng unit 27b compnses a f,nh^ 
powercTmpSTent calculating unit 14b, a coefficient table 15b and a multiplying unit 16b. These are .denfcal to those 
dpscribed above further descriptions of which are thus omitted. 

foOTil in o°der to increase the accuracy by calculating a component of higher order such as the seventh power, the 
Snth Lwer S the like, the signal amplitJIde change processing unit 10 shown in FIG. 7 may additionally have a sub 
odToS component calculating unit for the seventh power (not shown), a sub odd-order component calculating unit 
?or the nmth pTer (not shov.n). and so on. In such case, the sub odd-order component calculat.ng unit for the seven h 
power comprises a seventh-power component calculating unit, a coefficient table for the seventh power and a rnutt^ 
S unit for the seventh power, whereas the sub odd-ordercomponent calculatmg umt f^ 

a ninth-Jower component calculating unit, a coefficient table for the ninth power and a mu lt.ply.ng unrt for the n.mh 
DOwer The seventh power component calculating unit and the ninth-power component calculating unit have the same 
^uTcL L whlfh of tS e above third-power component calculating unit 1 4a. whereas the coefficient table for the seventh 
powrand the coefficient table for the ninth power have the same function as which of the 

SZer descriptions of which are thus omitted. The multiplying unit for the seventh power and the multip^mg unit for 
he ninth power are identical to the above multiplying unit 1 6a. further descriptions of which are thus omrtted. 
[008^5 m FIG. 7, like reference characters designate parts being Identical to or having ident^al functions to those 
described above further descriptions of which are thus omilled. 

guant ty colined in a transmit signal to be inputted to the amplifier 12 are calculated, and the ^a^^- 
multipL by coefficient infomiation. thus weighed. The weighed values are added to an input signal in ^^^.n^^^^ 

whereby a processed signal is obtained. In the variable attenuating unit 19 .n the control unrt 20, the processed 
sia'nal is attenuated, inputted to the amplifior 12, and transmitted. 
2S ra0821 in the output Lplitude calculating unit 21c, magnitude of an amplitude quantity o an output s'Snal the 
arnplif er 12 is calculated, and output amplitude infomnation is outputted. In the input amplitude calculat.ng un 1 21a. 
mX ude of an amplitude quantity of a signal to be transmitted is extracted, and input amplitude information ,s out- 
STln the comparing-rewriting the output amplitude infom^ation and the input amplitude ,nfom,at,on are 

compared When X^e input ampLde infomiation is smaller than the output amplitude information, the comparing- 
ZZtu^t2^^ inputs a first select signal according to an error between the output ^'^P-'t^^^ ""^f "^"i"'.^ 
rut amplitude infomnation in orderto rewrite the coefficient infomnation in the coefficient table 15 (or 15 a. orlSb) in 
he stanaC^^^^^^^^ processing unit 1 0 such which the coefficient infomiation becomes larger. When the inpu 
ar^pCro'm,ation is largerthan the output amplitude infomiation, the --P™--^;;^^^^^^-^^^^^^^^^^^^^^ 
select signal in order to rewrite the coefficient information in the coefficient table 15 (or 15a or 15b) in the signal 
amplTchange processing unit 1 0 such which the coefficient infomiation becomes smaller. As shown in FIG. 7, the 
first select signal is inputted to the coefficient tables 1 5a and 1 5b for respective orders, 
mosat WttS the above structure, distortion components of odd powers of a signal are detemimed ca'ou'a^^n « 
ohase of the components is inverted, coefficient information is multiplied, results are added to an input signal, and the 
Thput s^gnal isl^JStted to the amplifier 1 2. Whereby, contribution of power components of odd orders of the ampWude 
40 niiantitv contained In a signal to be transmitted is decreased. . . x * ♦ 

?00M Onthrotherhand.magnitudeof 

powe is adjusted by a control signal outputted from the output power control unit 1 8 according to an '"struction from 
a r^Iain con^ol unit (not shown) . Namely, the processed signal is adjusted to appropnate magnitude in the vanable 
Le^aSng untt 1 9 and inputted to the amplifier 1 2. And the more, when the magnitude of the output Power is changed 
4, coeSlcLt infomiallon according to an output power which is a target is referred by the coefficient table 15 (or 15a, or 

Jooir ATi?oUhe input and a part of the output of the amplifier 12 are compared. The coefficient table 15 (or 15a^ 
or 15b) is such rewritten which the coefficient infomiation becomes larger when the input is smaller, or which the 
coefficient infonnation becomes smaller when the input is larger. A value to be outputted is thereby corrected 
So^ his. the adjacent channel power which is a problem in a spurious signal is decreased in the transm. 
channel Further it becomes possible to form a distortion compensation circuit which does not require an external RF 
JrXlicrcontributos to a^cduction of the power consumption and allows compactness of a portable telephone or 

ISos^T' By comparing magnitudes of the amplitude quantities of the input and output signals an error of the memory 
s connected, so which an access to the coefficient table 15 (or 15a. or 15b) is at a longer interval than the sampling 
time for the signal. It is thus possible to forni the circuit with a memoiy having a relatively slow access speed. 
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(A3) Description of Third Modification of First Embodiment of the Invention 

[0088] FIG 8 is a block diagram of a predlstortion-type distortion compensation amplifying apparatus 9c shown in 
FIG. 8 according to a third modification of the first embodiment of this invention. The predistortion-type distortion com- 
5 pensation amplifying apparatus 9c comprises a signal processing unit 8c and an amplifier 12. A detecting unit 22 is 
provided on the output's side of the amplifier 12. The signal processing unit 8c comprises a signal amplitude change 
processing unit 10a, a control unit 20, an amplitude infomnation comparing unit 21 , a differential/integral coefficient 
information adding unit 26 and an A/D converter 23. 

[0089] The signal amplitude change processing unit 10a can output a processed signal such which contribution of 
10 power components of odd orders of an amplitude quantity contained in a signal to be transmitted is decreased. The 
signal amplitude change processing unit 1 0a comprises an odd-order component calculating unit 14, a coefficient table 
15, a multiplying unit 16, an adding unit 1 7, and a D/A converting unit 11 . The signal amplitude change processing unit 
10a additionally comprises a multiplying unit 25 disposed on the output's side of the adding unit 17. The multiplying 
unit 25 multiplies a signal outputted from the adding unit 17 by second coefficient information outputted from the dif- 
15 ferential/integral coefficient information adding unit 26, and outputs a result as a processed signal. The odd-numbered 
degree component calculating unit 14 is shown in more detail in FIG. 9. 

[0090] FIG. 9 Is a block diagram showing in more detail the predistortion-type distortion compensation amplifying 
apparatus 9c according to the third modification of the first embodiment of this Invention. The signal processing unit 
10a shown in FIG. 9 comprises sub odd-order component calculating units 27a and 27b, along with the adding unit 
20 1 7, the D/A converting unit 1 1 and the multiplying unit 25. The adding unit 1 7, the D/A converter 1 1 and the multiplying 
unit 25 are identical to those described above, further descriptions of which are thus omitted. 

[0091] In order to Increase the accuracy of the operation, the signal amplitude change processing unit 10a may 
additionally comprise a sub odd-order component calculating unit for the seventh power (not shown), and a sub odd- 
order component calculating unit for the ninth power (not shown). In such case, the sub odd-order component calcu- 

25 iating unit for the seventh power comprises a seventh-power component calculating unit, a coefficient table for the 
seventh power and a multiplying unit for the seventh power, whereas the sub odd-order component calculating unit for 
the ninth power comprises a ninth-power component calculating unit, a coefficient table for the ninth power and a 
multiplying unit for the ninth power The seventh-power component calculating unit and the ninth-power component 
calculating unit have the same function as which of the above third-power component calculating unit 14a, v/hereas 

30 the coefficient table for the seventh power and the coefficient table for the ninth power have the same function as which 
of the above coefficient table 15a, further descriptions of which are thus omitted. The multiplying unit for the seventh 
power and the multiplying unit for the ninth power are identical to the above multiplying unit 16a, further descriptions 
of which are thus omitted. 

[0092] Namely, in the signal amplitude change processing unit 10a, a signal outputted from the third-order component 
35 calculating unit 14a is multiplied by coefficient infomnation havingthe inverted phase in the multiplying unit 1 6a, whereas 
a signal outputted from the fifth-order component calculating unit 14b is multiplied by coefficient information having the 
inverted phase in the multiplying unit 1 6b. Outputs from the multipliers 1 6a and 1 6b are operated in the adding unit 1 7 
of the signal amplitude change processing unit 1 0a, and an attenuation signal is outputted. The attenuation signal Is 
multiplied by the second coefficient infonnation inputted from the differential/integral coefficient information adding unit 
40 26, and a processed signal is outputted. 

[0093] On the other hand, the differential/integral coefficient information adding unit 26 can calculate first differential/ 
integral infonnation based on an amplitude quantity of a signal to be transmitted, calculate second differential/integral 
infonnation based on an amplitude quantity of a signal outputted from the amplifier 1 2, and input the second coefficient 
infonnation obtained based on the above first differential/Integral information and the above second differential/Integral 
^5 Infonnation to the signal amplitude change processing unit 10a. 

[0094] The differential/Integral infonnation is a differential coefficient such as a difference value in magnitude of 
amplitude quantities of signals, an integral value of an amplitude quantity of a signal within a constant lime, a combi- 
nation thereof, or the like. 

[0095] The second coefficient information signifies coefficient information outputted from the differential/integral in- 
50 formation adding unit 26, which can be used to compensate the frequency characteristic In the vicinity of a high fre- 
quency in a bias circuit (not shown) of the amplifier 12, or a bias circuit (not shown) in the power circuit, or the matching 
circuit. Incidentally, the second coefficient information is discriminated from coefficient information outputted from the 
above coefficient table 15 (or 15a, or 15b). The above is the same in the following description, 
[0096] The differential/integral information adding unit 26 comprises a first differential/integral information calculating 
55 unit 26a, a second differential/integral information calculating unit 26d, a second coefficient table (second coefficient 
information outputting unit) 26c. and a second comparing-rewriting unit 26b. 

[0097] The first differential/integral information calculating unit 26a can calculate first differential/integral information 
based on an amplitude quantity of a signal to be transmitted and output it. besides being operable to input a second 
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address signal obtained based on the amplitude quantity of the signal to be transmitted to the second coefficient table 
26c. The second differential/integral information calculating unit 26d calculates second differential/integral information 
based on an amplitude quantity of a signal outputted from the amplifier 12, and outputs it. 

[0098] The second coefficient table 26c can select one of plural pieces of coefficient infomriation according to the 
5 second address signal, and output it as second coefficient information to the signal amplitude change processing unit 
10a. 

[0099] The second comparing-rewriting unit 26b rewrites the second coefficient information according to an error 
between the above first differential/integral information and the above second differential/integral information. The 
second comparing-rewriting unit 26b compares first differential/integral information with second differential/integral 

10 information, and rewrites the second coefficient information such which the error therebetween becomes smaller For 
example, from signals which are a part of a signal to be transmitted and a part of an output signal of the amplifier 12, 
absolute values of positive and negative differential coefficients of the second power of amplitude quantities of these 
signals are calculated, and the second coefficient information is rewritten such which an error therebetween is nullified. 
Incidentally, as this rewriting method, other than the above may be employed. 

15 [0100] A differential coefficient or an integral coefficient of magnitude of an amplitude quantity of an input signal is 
calculated in the first differential/integral information calculating unit 26a in the differential/integral information adding 
unit 26. The second coefficient information determined from the magnitude of the differential coefficient or the Integral 
coefficient is inputted from the second coefficient table 26c to the multiplier25 in the signal amplitude change processing 
unit 10a. In the multiplying unit 25, an attenuation signal at the output of the adding unit 17 and the second coefficient 

20 infonnation are multiplied, and outputted as a processed signal. The processed signal can be used to compensate a 
frequency characteristic in the vicinity of a high frequency in a bias circuit (not shown) of the amplifier 1 2, a bias circuit 
(not shown) in the power circuit, or the matching circuit. 

[0101] In FIGs. 8 and 9, like reference characters designate parts having the same or similar functions described 
above, further descriptions of which are thus omitted. 

25 [0102] In the signal amplitude change processing unit 10a, power values of odd orders of an amplitude quantity 
contained in a transmit signal to be inputted to the amplifier 1 2 are calculated, and the calculated values are multiplied 
by coefficient information, thus weighed. The weighed values are added to an input signal, then the input signal is 
outputted as a processed signal from the adding unit 1 7. In the variable attenuating unit 1 9 in the control unit 20, the 
processed signal is attenuated, inputted to the amplifier 12, and transmitted. 

30 [0103] The output power control unit 1 8 inputs a first address signal to the coefficient tables 1 5a and 1 5b in the signal 
amplitude change processing unit 10a at an appropriate timing from a main control unit (not shown), whereby appro- 
priate coefficient information is outputted from the coefficient tables 15a and 15b. The coefficient information is deter- 
mined according to an average output power which the amplifier 12 will transmit. The coefficient tables 15a and 15b 
are not necessarily required to operate at a high speed. 

35 [0104] A part of the input which has been branched is inputted to the first differentialAintegral information calculating 
unit 26a. The second coefficient information derived from the calculated value is inputted from the second coefficient 
table 26c to the signal amplitude change processing unit 10a. In the multiplying unit 25, a processed signal from the 
adding unit 17 and the second coefficient infomriation are multiplied, and a result of it is outputted through the D/A 
converting unit 1 1 . The result is adjusted to appropriate magnitude in the variable attenuating unit 1 9, inputted to the 

40 amplifier 1 2, and transmitted from the antenna 13 (refer to FIG. 1 ). 

[0105] On the other hand, the gain of a part of an output signal of the amplifier 12 is decreased in the detecting unit 
22, and the part of the output signal is inputted to the amplitude information comparing unit 21 and the differential/ 
integral coefficient infonnation adding unit 26 via the A/D converting unit 23. In the amplitude information comparing 
unit 21 , a part of the input and a part of the output are compared. When an error between them is large, coefficient 

45 infonnation in the coefficient tables 15a and 15b are rewrinen. 

[0106] In the differential/integral coefficient information adding unit 26, absolute values of positive and negative dif- 
ferential coefficients of the second power are calculated from a part of the input and a part of the output of the amplifier 
1 2. The second coefficient information in the second coefficient table 26c is such rewritten which a difference between 
them is nullified. 

50 [01 07] With the above structure, contribution of power components of odd orders of an amplitude quantity contained 
in a signal to be transmitted is decreased, and magnitude of an output power in the amplifier 12 is controlled. Namely, 
distortion components of powers of a signal to be transmitted arc determined in calculation, and signals obtained by 
multiplying coefficient information having the inverted phase are subtracted from an input signal. The subtracted value 
is corrected according to an error detected from the input signal and an output signal, then inputted to the amplifier 12. 

55 [0108] The output power is adjusted to appropriate magnitude by a control signal outputted from the output power 
control unit 1 8 according to an instruction from a main control unit (not shown), and inputted to the amplifier 12. When 
the output power is changed, coefficient information according to an output power which is a target is referred by the 
coefficient tables 15a and 15b, and weighed. 
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[0109] Further, a part of the input and a part of the output of the amplifier 12 are compared. Values outputted from 
the coefficient tables 15a and 15b are such corrected which the coefficient information becomes larger when the input 
is smaller, or which the coefficient infomnation becomes smaller when the input is larger. 

[0110] As above, the adjacent channel power of the transmit channel which is a problem in a spurious signal is 
5 decreased. Additionally, it becomes possible to form a distortion compensation circuit which does not require an external 
R F circuit, which contributes to a reduction of the power consumption , and allows compactness of a portable telephone 
or the like. 

[0111] Since the coefficient tables 1 5a and 1 5b, and the second coefficient table 26c are rewritten as above and an 
error of the memory is thereby corrected, it is possible to cope with a change in characteristics of the amplifier 12 due 
^0 to a change in temperature or a change with time. Since a longer time interval than a sampling time for a signal suffices 
to access to the coefficient tables 15a and 15b, and the second coefficient table 26c. it is possible to fonn the circuit 
with a memory having a relatively slow access speed. 

[01 1 2] The differential/integral coefficient infonnation adding unit 26 compares a value obtained by using a differential 
value, an integral value, or the both values of an input signal with a value obtained by using a differential value, an 
15 integral value, or the both values of an output signal, and such rewrites the second coefficient table 26c which an error 
therebetween becomes smaller. It is thereby possible to cope with a change in characteristics of the amplifier 12 due 
to a change in temperature or a change with time. 

[0113] The frequency characteristic in the vicinity of a high frequency of a bias circuit (not shown) of the amplifier 
1 2, a bias circuit (nol shown) of the power circuit or the matching circuit is compensated as above, so which the accuracy 
20 Is improved. Additionally, it is possible to cope with a change in characteristics of the amplifier 12 due to a change in 
temperature or a change with time. 

(B) Description of Second Embodiment of the Invention 

25" [0114] FIG. 10 is a block diagram showing a transmitting unit of a radio transmitter to which a p red istortion -type 
distortion compensation amplifying apparatus according to a second embodiment of this invention is applied. A radio 
transmitter 7b shown in FIG. 10 comprises a predistortion-type distortion compensation amplifying apparatus 9d and 
an antenna 13. 

[0115] The predistortion-type distortion compensation amplifying apparatus 9d comprises a signal processing unit 
30 30 and an amplifier 12. The signal processing unit 30 perfomris a process with a function representing a reverse char- 
acteristic of an input-output characteristic of the amplifier 12 on a signal to be transmitted, performs a coefficient chang- 
ing process, whereby an odd-order component appears in an output signal of the amplifier 12. The amplifier 12 thus 
operates in a non-saturation region. Here, "the amplifier 12 operates in a non-saturation region" signifies which the 
amplifier 12 operates in a range of a non-saturation region of the input-output characteristic of the amplifier 12, details 
35 of which will be described later. The signal processing unit 30 comprises a non-linear processing unit 41 , a predistortion 
processing unit 32 and a D/A converting unit 11 . 

[01 16] The non-linear processing unit 41 performs a process with a function representing a reverse characteristic of 
the input-output characteristic of the amplifier 12, which has been beforehand obtained, on a signal to be transmitted, 
and outputs the signal. The predistortion processing unit 32 multiplies the output processed by the non-linear processing 
40 unit 41 by predetemriined coefficient information, and outputs a result as a processed signal. In the non-linear processing 
unit 41 and the predistortion processing unit 32, the digital processing is performed. The D/A converting unit 11 converts 
a digital signal to an analog signal. Incidentally, the amplifier 12 and the antenna 13 are identical to those described 
above, further descriptions of which are thus omitted. 

[01 17] FIG. 11 is a block diagram of the radio transmitter according to the second embodiment of this invention. The 
45 predistortion processing unit 32 shown in FIG. 1 1 comprises a frequency component attenuating unit 33 which converts 
a signal outputted from the non-linear processing unit 41 into a frequency domain, attenuates a desired frequency 
component, reversely converts an attenuated signal into a time domain and outputs the converted signal, and a coef- 
ficient multiplying unit 34 (denoted as polynomial approximation in FIG. 11) which compares the converted signal 
outputted from the frequency component attenuating unit 33 with a signal to be transmitted, multiplies a power com- 
50 ponent of an odd-order of the amplitude quantity by desired coefficient information, and outputs a result as a processed 
signal. 

[01 18] The frequency attenuating unit 33 comprises a fast Fourier transform unit 33a which converts a signal out- 
putted from the non-linear processing unit 41 into a frequency domain, a filter 33b which attenuates a desired frequency 
component and outputs it, and an inverse fast Fourier transform unit 33c which inversely converts the attenuated signal 
55 into a time domain and outputs it. 

[0119] A method for determining coefficient information on a non-linear component in the predistortion processing 
unit 32 will be now described with reference to FIG. 11 . First, deformation of an ideal input waveform is calculated with 
y=Gx, and an adjacent channel power thereof is made larger (refer to a frame denoted by A1). Next, the deformed 
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result is convened into a frequency domain using FFT (Fast Fourier Transformation) (refer to a frame denoted by A2). 
a oart of the frequency at which tL leakage power is desired to be decreased is filtered to be attenuated (refer to a 
Lm^ diroted bv A^Mhe result is restored to the time domain using the reverse FFT, the time wavef omi is compared 
w^me input wlvi^^^^^^^^ is approximated using a polynomial, whereby coefficient infom^ation .s de- 

FIG. 1 2 is a diagram showing an example of the input-output characteristic of the ^'^^^' f^'^ ll^^^^^ 
axis in FIG 12 represents input power (dB). whereas the vertical axis represents output power (dB) . A part denoted 
hv R1 is a non-saturation region, whereas a part denoted by B2 is a saturation region. 

mil 1 Meaning o??perating in the non-satu,^tion region" is as follows. The input-output characteristic of the am- 
DWier 1 2 showTi? FIG. 12 is dilcontinuous at a point (refer to A) where the output changes such as a saturation reg on 
(re e o B^Z order to eliminate an effect of distortion of higher order at the discontinuous po.n .n the case wh ch 
he amDlSr 12 is linearized, a non-linear component of the third, fifth, or odd power is made fa.ntly remain when the 
ar^pS Jilline^^^^^^^^ whereby the input-output characteristic is optimized. The amplifier 12 thereby operates in 
thTnonVaturation region(referto B1). so which a spurious signal is prevented from spreading m a wideband 
51221 ?S ;3(a) is a diagram shoeing a signal wavefomi having an envelope composed of a fundannental wave 
^ H ?rh.rH n^ir comoonent As shown in FIG. 13(a). if the third component signal is added to signals of two waves 
Talg a^e^^am?^^^^^^^ possible to create a signal having an output level which does not exceed the 

sa'uSlon wSSTs'^^^^ by7he amplifier 12. Since the third-order component is created by ra.s.ngth^^^^^^^ 
fhe third power, the signal cubed is mulliplied by appropriate coelflcienl informalion. and the result ,s added to the 

mi 23? ' RG ' 1 3(b) is a diagram showing a signal spectrum of an output waveform in the case where the signal wave^ 
o m shown in FIG 13(a) is amplified by the amplifier 12 having the Input-output charactenstic shown ,n FIG. 12. As 
shown in FIG 13(b), the signaf spectrum does not overflow the saturation region, thus spunous components in a 
w^rband do not generate. Namely, by such giving an optimized input-output characteristic which the third-power non- 
widobana ao 9°"^ amollfier 1 2 the spurious components are prevented from spreading in a wideband. 

O^tiwr^SrsTd^^^^^^^ a slgnarwaveform hLng an envelope composed of a fundamental wav^ 

and Sird o2e and fifth-order components. As shown in FIG. 14(a). if third-order and lifth-order component signals 
are a^ded to ignais of two waves having an equal amplitude quantity, it is PC^'^le to create a signal whose^^^^^ 
reverdoes not exceed the saturation region when the signal is amplified by the an,plif.er 12. Since th« third^onJer 
component is generated by raising the signal to the third power whereas the fifth component is generated by raising 
SnaUo the fifth power, the third-power and the fifth-power of the signal are multiplied by appropriate coefncent 
information and the results are added to the original signal. u ^ «r.oi 

raiaT FIG 1 4 b) is a diagram showing a signal spectrum having an output waveforrn in the case where the^gnal 
waveform shown in FIG. 1 4 (a) is amplified by the amplifier 12 having the input-output character^tic shown FIG- 1 2. 
AS shZ tn fTg 14(b), spurious components in a wideband do not generate. Namely, by such opt-mizmg the input- 
JutpIlt chamcteristic of the amplifier 12 which the third-power and fifth-power non-linear components remain, rt does 

in VTs't'tn m^Sbaseband signal is undergone a process with a function representing an inverted 
SiaraLristlc oi the input output characteristic of the amplifier 12 which has been beforehand obtained ,n the non- 
STprocers^n^^^^^^ 4^ , and outputted. The output signal is filtered in the frequency componen aUenua^g unit 33^ 
InH IntnuttPd In the coefficient multiplying unit 34. the inputted baseband signal and a signal outputted from the 
frequency cfmponent attending unit?3 ar'e compared, a power component of odd order of the amplitude quantrty is 
rt^pl^d by desired coefficient, and the result is outputted as a processed signal through the D/A converting unit 1. 
Se ampimer 12. the processed signal is power-amplified, then radio-transmitted from the antenna 13 (referto FIG. 

loh-n With the above structure, the amplifier 12 is used in such a mode which the amplifier 12 operates in a non_ 
LalSlioiTregion according to this embodiment. As an example, this will be described with reference to FIGs 1 5 and 
16 bi way of examples in ?DC (Personal Digital Cellular Telecommunication System) and CDMA (Code D.v..on Mul- 

An example where PDC is applied to the portable telephone standard is as follows. Namely, the input-output 
characteristic (referto FIG. 12) is defomned as Equation (12): 

y=G(x-9.5858 x 1 0-^+6.2532 x 1 0-^x^-2.051 9 x 1 0-*xV2.5791 X 1 Q-^x^) (12) 

where y is magnitude of a modulated wave component of the output, and G is a gain of the amplifier 1 2^ 
[0129r FIG 15 shows a result of comparison between general lineariization and linearlization according to this em- 
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bodiment in PDC. The horizontal axis in FIG. 15 represents output power of the amplifier 12, whereas the vertical axis 
represents adjacent channel power of the output power. A curved line marked with cross signs shown In FIG. 15 
represents normal deformation with y=Gx, whereas a curved line marked with circle signs represents deformation with 
Equation (12). The curve marked with the circle signs can more decrease the adjacent channel power than the curve 
5 marked with the cross signs. 

[0130] A case of a communication system in which frequency channels are in close proximity like CDMA is as ex- 
pressed by Equation (13). Incidentally, the input-output characteristic is as shown in FIG. 12. 



[0131] FIG. 16 shows a result of comparison between nonnal lineariization and llnearlization according to this em- 
bodiment in CDMA. As shown in FIG. 1 6, this embodiment can more decrease the adjacent channel power than the 
case where defonnation by y=Gx is performed. In FIG. 16, although ACP1 degrades, an output according to this em- 
bodiment satisfying both ACPI and ACP2 is larger. 

[0132] As above, by inputting a result obtained by adding a component of the third power, a component of the fifth 
power, or an addition of the component of the third power and the component of the fifth power to an input signal to 
the amplifier 12, the amplifier 12 can such operate as not to exceed the saturation region. Even if the input signal is 
amplified by the amplifier 12 having the input-output characteristic shown in FIG. 12, it is possible to prevent generation 
of a spurious signal in a wideband. 

[0133] It is also possible to compensate distortion without an extemal RF circuit having a linear amplification char- 
acteristic. It is thus possible to decrease the circuit size, and contribute to a reduction of the power consumption and 
allows compactness of a portable telephone or the like. 

(B1) Description of First Modification of Second Embodiment of the Invention 

[0134] FIG. 17 is a block diagram showing a transmitting unit of a radio transmitter to which a predistortion-type 
distortion compensation amplifying apparatus according to a first modification of the second embodiment of this inven- 
tion is applied. In a predistortion-type distortion compensation amplifying apparatus 9e shown in FIG. 17, the differential/ 
Integral coefficient information adding unit 26 is added to the predistortion-type distortion compensation amplifying 
apparatus 9d (refer to FIG. 10). Namely, the predistortion-type distortion compensation amplifying apparatus 9e com- 
prises a signal processing unit 30, an amplifier 12 and the differential/integral coefficient Information adding unit 26. A 
detecting unit 22 is connected to the output's side of the amplifier 12. 

[0135] The signal processing unit 30 perfomns a process with a function representing a reverse characteristic of the 
input-output characteristic of the amplifier 12 on a signal to be transmitted, performs the coefficient changing process 
to make an odd-order component appear in an output signal of the amplifier 12, whereby the amplifier 12 operates in 
the non-saturation region. A non-linear processing unit 41 , a predistortion processing unit 32 and a D/A converting unit 
1 1 in the signal processing unit 30 are identical to those described in the first and second embodiments, further de- 
scriptions of which are thus omitted. Additionally, the amplifier 12 and the detecting unit 22 are identical to those de- 
scribed above, further descriptions of which are thus omitted, as well. 

[01 36] The differential/integral coefficient information adding unit 26 can calculate first differential/integral information 
from an amplitude quantity of a signal outputted from the amplifier 12, calculate second differential/integral infomnation 
from an amplitude quantity of a signal to be transmitted, and input second coefficient information derived from the 
above first differential/integral infomnation and the above second differential/integral information to the coefficient mul- 
tiplying unit 34 in the signal processing unit 30. The differential/integral coefficient information adding unit 26 comprises 
a first differential/integral information calculating unit 26a, a second differential/integral information calculating unit26d, 
a second coefficient table 26c and a second comparing-rewriting unit 26b. 

[0137] The first differential/integral infomnation calculating unit 26a can calculate the first differential/integral infor- 
mation from the amplitude quantity of the signal to be transmitted and output It, and input a second address signal 
obtained from the amplitude quantity of the signal to be transmitted to the second coefficient table 26c. The second 
differenlial/inlegral infomnation calculating unit 26d calculates the second differenlial/inlegral infomnation from an am- 
plitude quantity of a signal outputted from the amplifier 1 2, and outputs it. The second coefficient table 26c can select 
one of plural pieces of coefficient information according to the second address signal, and output it as the second 
coefficient information to the signal processing unit 30. 

[0138] The second comparing-rewriting unit 26b rewrites the second coefficient infomnation according to an error 
between the above first differential/integral information and the above second differential/integral information. The 
second comparing-rewriting unit 26b compares the first differential/integral information with the second differential/ 
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intearal information and such rewrites the second coefficient information which the error becomes sriialler. 
r01391 For example absolute values of positive and negative differentialcoefficients of the second powerof amplitude 
quantities of these which are a part of the signal to be transmitted and a part of the output signal of the amplifier 12 
are calculated from these signals, the second coefficient information is such rewritten which an error therebetween is 

5 nullified. Another method may be employed as this rewriting method. 

r01401 In FIG 17 an inputted baseband signal is undergone a process with a function representing an inverted 
characteristic of the input-output characteristic of the amplifier 12 which has been beforehand obtained in the non- 
linear processing unit 41 , and outputted. The output signal is filtered by the frequency component attenuating unit 33 
and outputted. In the coefficient multiplying unit 34. the inputted baseband signal is compared with a signal outputted 

10 from the frequency component attenuating unit 33, a power component of odd order of the amplitude quantity is mul- 
tiplied by desired coefficient infonnation, and the result is outputted as a processed signal. The processed signal is 
converted from digital to analog in the D/A converting unit 1 1 , power-amplified in the amplifier 1 2, and radio-transmitted 
from the antenna 13 through the detecting unit 22. . , ♦u . t^rr^ ^ 

r0141l With the above structure, by inputting a result obtained by adding a component of the third-power lerm a 

15 component of the fifth-power term, or both of the component of the third-power term and the component of the fifth- 
power temi to an input signal to the amplifier 12. a non-linear component of the third power, the fifth power or odd 
power faintly remains on the output's side of the amplifier 12, whereby the amplifier 1 2 operates, not exceeding the 
saturation region (refer to FlGs. 13 and 14). 

r01421 The second coefficienl information is delemiined from a differential value/integral value of the amplilude quan- 
go tity of the input signal, and the original signal is multiplied by the second coefficient information. The result is outputted 
as a predistortion signal. A differential value, or an integral value, or the both values of the input signal is compared 
with a differential value, or an integral value, or the both values of the output, and the second coefficient table 26c is 
such rewritten which an error therebetween becomes smaller, whereby a signal to be inputted to the amplifier 12 is 
CO rrected 

25 [01431 As above an effect of higher-order distortion at a discontinuous point is eliminated when the amplifier 12 is 
linearized it is thereby possible to prevent spurious from spreading in awideband. Accordingly, distortion compensation 
without an extemal RF circuit having a linear amplification characteristic becomes possible, which contributes to a 
reduction of the power consumption, or a reduction of the circuit size. 

[01441 A frequency characteristic in the vicinity of higher harmonic In a bias circuit (not shown) of the amplifier 1 2, 
30 a bias circuit (not shown) in the power circuit, or the matching circuit is compensated, thus the accuracy can be im- 
proved. It is also possible to cope with a change in characteristics of the amplifier 1 2 due to a change in temperature 
or a chage with time. 
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(C) Others 

[01451 In the above embodiments and modifications, the present invention is applicoperable to a radio receiver other 

than a radio transmitter , . .... . ._ 

[01461 The present invention is not limited to the above embodiments and modifications, but may be modified in 
various ways without departing from the scope of the invention. 

[01471 For example, as afrequency of a signal to be transmitted, various band may be used, which becomes possible 
by beforehand calculating coefficient infonnation according to a band to be used. „. . » 

[0148] in the way of determining an en-or for giving the first select signal or the second select signal to the coefficient 
table 1 5 (or 1 5a, or 1 5b). or the second coefficient table 26c, various values may be set according to design environ- 
ments. The coefficient tables 15a and 15b may be separately configured. 

[0149] As the coefficient information, phase infonnation may be variously combined and used. 
Industrial Applicability 

[0150] As above the present invention solves a problem which a spurious signal generates in a wide range of fre- 
quency prevents thecircuit size from increasing, and contributes to compactness and a reduction of power consumption 
of an equipment in the mobile communication field such as a portable telephone or the like. Since distortion compen- 
sation becomes possible even if a frequency of reference to the memory is slow, and rewriting of the coefficient table 
becomes possible . it is possible to cope with a change in characteristics of an amplifier due to a change in temperature 
or a change with time. 
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Claims 



1. A predistortion-type distortion compensation amplifying apparatus comprising: 



5 an amplifier (12) for amplifying a signal to be transmitted; and 

a signal processing unit (8, 8a, 8b, 8c, 30, 31) provided on the front side of said amplifier (12) to perform a 
coefficient changing process to change coefficient information of a power component of an amplitude quantity 
contained in said signal to be transmitted, and being operable to output a processed signal. 



10 2. The predistortion-type distortion compensation amplifying apparatus according to claim 1, wherein said signal 
processing unit (30, 31 ) performs a process with a function representing a reverse characteristic of an input-output 
characteristic of said amplifier (12) on said signal to be transmitted, performs said coefficient changing process, 
and makes an odd-order component appear in an output signal of said amplifier (12); and 
said amplifier (12) operates in a non -saturation region. 

15 

3. The predistortion-type distortion compensation amplifying apparatus according to claim 2, wherein said signal 
processing unit (30) comprises: 



a non-linear processing unit (41 ) for performing a process with a function representing a reverse characteristic 
20 of the input-output characteristic of said amplifier (1 2) which has been beforehand obtained on said signal to 

be transmitted, and outputting said signal; 

a frequency component attenuating unit (33) for converting a signal outputted from said non-linear processing 
unit (41) into a frequency domain, attenuating a desired frequency component, reversely converting an atten- 
uated signal into a time domain, and outputting a converted signal; and 
25 a coefficient multiplying unit (34) for comparing said converted signal outputted from said frequency component 

attenuating unit (33) with said signal to be transmitted, multiplying a power component of odd order of said 
amplitude quantity by said desired coefficient information, and outputting a result as said processed signal. 



4. The predistortion-type distortion compensation amplifying apparatus according to claim 2, wherein said signal 
30 processing unit (31) comprises a differential/integral coefficient infomnation adding unit (26) being operable to 

calculate first differential/integral information based on an amplitude quantity of said signal to be transmitted, cal- 
culate second differential/Integral Information from an amplitude quantity of a signal outputted from said amplifier 
(12), and input second coefficient information obtained based on said first differential/integral infomnation and said 
second dIfferentialAintegral infomnation to said coefficient multiplying unit (34). 

35 

5. The predistortion-type distortion compensation amplifying apparatus according to claim 1 , wherein said signal 
processing unit (8, 8a, 8b, 8c) decreases contribution of a power component of odd order of an amplitude quantity 
contained in said signal to be transmitted when perfomning said coefficient changing process. 

•*o 6. The predistortion-type distortion compensation amplifying apparatus according to claim 5, wherein said signal 
processing unit (8, Ba, Bb, 8c) is configured as a signal amplitude change processing unit (10) being operable to 
such output said processed signal which contribution of a power component of odd order of an amplitude quantity 
contained in said signal to be transmitted is decreased; 

said signal amplitude change processing unit (10) comprises: 

45 

an odd-order component calculating unit (14) for extracting a power component of odd order of the amplitude 
quantity contained in said signal to be transmitted, and oulpulling ll; 

a coefficient information outputting unit (15) being operable to select one of plural pieces of said coefficient 
information according to a signal from the outside, and output the selected one; 
so a multiplying unit (1 6) for multiplying a signal outputted from said odd-order component calculating unit (14) 

by said coefficient information from said coefficient information outputting unit (15), and outputting an attenu- 
ation signal; and 

an adding unit (17) for subtracting said attenuation signal from said signal to be transmitted, and outputting a 
result. 



55 



7. The predistortion-type distortion compensation amplifying apparatus according to claim 6, wherein said signal 
processing unit (8a, 8b, 8c) comprises a control unit (20) being operable to variably adjust a magnitude of said 
processed signal and Input said processed signal to said amplifier (12). and input a first address signal for selecting 
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coefficient information of said power component of odd order to said signal amplitude change processing unit (1 0). 

8 The predistortion-type distortion compensation amplifying apparatus according to claim 6 or 7, wherein said signal 
■ processing unit (8b. 8c) comprises an amplitude infomiation comparing unit (21) being operable to '"P"* f J'^-f 

5 select signal obtained based on said signal to be transmitted and a signal outputted from said amplifier (12) to 

said signal amplitude change processing unit (1 0). 

9 The predistortion-type distortion compensation amplifying apparatus according to any one of claims 6 through 8 
wherein said signal processing unit (8c) comprises a differential/integral coefficient infonmation adding unit (26) 

10 being operable to calculate first differential/integral infomiation based on the amplitude quantity of said signal to 

be transmitted calculate second differential/integral information from an amplitude quantity of a signal outputted 
from said amplifier (12). and input second coefficient infomnation obtained based on said first differential/integral 
information and said second differential/integral infomiation to said signal amplitude change processing unit (10). 

IB 10. The predistortion-type distortion compensation amplifying apparatus according to any one of claims 7 through 9, 
wherein said control unit (20) comprises: 

a variable attenuating unit (1 9) being operable to variabty adjust magnitude of said processed signal according 
lo a control signal based on Ihe outside, and input said processed signal lo said amplifier (12); and 
20 an output power control unit (18) being operable to control said variable attenuating unit (19), and input a first 

address signal for selecting said coefficient infonnation to said signal amplitude change processing unit (10). 

1 1 The predistortion-type distortion compensation amplifying apparatus according to claim 6. wherein said odd-order 
' component calculating unit (14) comprises a plurality of sub odd-ordor component calculating units (14a, 14b) for 
extracting power components for respective odd-order components of the amplitude quantity contained in said 
signal to be transmitted, and outputs said power components. 

12- The predistortion-type distortion compensation amplifying apparatus according to claim 8, wherein said amplitude 
information comparing unit (21) comprises: 

an output amplitude calculating unit (21c) for extracting an amplitude quantity based on a signal outputted 
from said amplifier (12). and outputting output amplitude information; 

an input amplitude calculating unit (21 a) for extracting an amplitude quantity from said signal to be transmitted, 
and outputting input amplitude information; and ^ ^ 

35 a comparing-rewriting unit (21 b) being operable to input said first select signal to said signal amplitude change 

processing unit (10) according to an error between said output amplitude information (21c) and said input 
amplitude information (21a). 

13 The predistortion-type distortion compensation amplifying apparatus according to claim 1 2. wherein said compar- 
40 ' inq-rewriting unit (21b) inputs said first select signal to said signal amplitude change processing unit (10) in order 
to such rewrite said coefficient information which said coefficient information becomes larger when said input am- 
plitude infomiation is smaller than said output amplitude information, whereas inputting said first select signal to 
said signal amplitude change processing unit (1 0) in order to such rewrite said coefficient information which said 
coefficient infomiation becomes smaller when said input amplitude information is larger than said output amplitude 
45 information. 

14. The predislortion-lype distortion compensation amplifying apparatus according lo claim 4. wherein said differential/ 
integral coefficient information adding unit (26) comprises: 

so a first differential/integral information calculating unit (26a) being operable to calculate first differential/integral 

infonnation based on the amplitude quantity of said signal to be transmitted and output said first differential/ 
integral information, and input a second address signal obtained based on the amplitude quantity of said signal 
to be transmitted to said second coefficient information outputting unit (26c); 

a second differential/integral information calculating unit (26d) for calculating second differentiaWntegral infor- 
55 mation from an amplitude quantity of a signal outputted from said amplifier (1 2). and outputting said second 

differential/integral infomiation; , «■ • ♦ 

a second coefficient information outputting unit (26c) being operable to select one of plural pieces of coefficient 
information according to said second address signal, and output the selected one as second coefficient infor- 
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mation to said coefficient multiplying unit (34); and 

a second comparlng-rewriting unit (26b) being operable to rewrite said second coefficient information accord- 
ing to an error between said first differential/integral information and said second differential/integral informa- 
tion. 

5 

1 5. The predistortion-type distortion compensation amplifying apparatus according to claim 9, wherein said differential/ 
integral coefficient information adding unit (26) comprises: 

a first differential/integral infonnation calculating unit (26a) being operable to calculate first differential/integral 
10 information based on the amplitude quantity of said signal to be transmitted and output said first differential/ 

integral information, and input a second address signal obtained from the amplitude quantity of said signal to 
be transmitted to said second coefficient infomiation outputting unit (26c); 

a second differential/integral infomnation calculating unit (26d) for calculating second differential/integral infor- 
mation based on an amplitude quantity of a signal outputted from said amplifier (12), and outputting said 
15 second differential/integral infomnation; 

a second coefficient infonnation outputting unit (26c) being operable to select one of plural pieces of coefficient 
information according to said second address signal, and output the selected one as second coefficient infor- 
mation to said signal amplitude change processing unit (10); and 

a second comparing-rewriLing unit (26b) being operable lo rewrite said second coefficient information accord- 
20 jng to an error between said first differential/integral information and said second differential/integral informa- 

tion. 

16. The predistortion-type distortion compensation amplifying apparatus according to claim 14 or 15, wherein said 
second comparing-rewriting unit (26b) compares said first differential/integral information with said second differ- 

25 ential/integral information, and such rewrites said second coefficient information which an error therebetween be- 

comes smaller. 
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